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2. EREH

2.1. Asterisk TODT7H I MRTEHI:

SIP {82 & (200 ~ 201)ESIP S5O D 1
(1 =—%:0000123456 , /SXRAJ—F: password, &1{E 5 DID: 0312345678,0312123434 &
FHIEHE TS 0312123434, 0312345678, login server : n 5E)

&E{E5E DID :“0312345678” DG EIIREHF S D 200 (THEIESE 5.
E{E5E DID :“0312123434” DIFEIIREHFE S D 201 [THIESE S,
IMARDES 200 MoRIETHEZIERIEBEFSIC “0312345678" %R ELTRIESE S,
IMARDES 201 HMoRIETHEZIEREBEFSIC 03121234304 % HELTRIESE S,

[general]

allowguest=no
maxexpirey=3600
defaultexpirey=3600 port=5060
bindaddr=0.0.0.0
srvlookup=yes

disallow=all

allow=ulaw

language=jp

register =>0000123456:password@siptr

[siptr] type=friend
username=0000123456
secret=password
context=inbound
canreinvite=no

host=1
insecure=port,invite
disallow=all

allow=ulaw

[200]

type=friend
username=200
secret=200pass
host=dynamic
context=outbound-1

[201]

type=friend
username=201
secret=201pass
host=dynamic
context=outbound-2



2. EREH

[general]
writeprotect=no
priorityjumping=yes

[inbound]

;exten => F{ESE DID, 1, Dial(SIP/HEE S NEEES,120.1)
;exten => #¥{E 5k DID, 2,Congestion

;exten => #4{E 5t DID, 102,Busy

exten => 0312345678, 1, Dial(SIP/200,120,t)
exten => 0312345678, 2,Congestion
exten => 0312345678, 102,Busy

exten => 0312123434, 1, Dial(SIP/201,120,t)
exten => 0312123434, 2,Congestion
exten => 0312123434, 102,Busy

;[outbound]

;exten => _0., 1,5et(CALLERID(num)= F{EEES)
;exten =>_0., 2,Dial(SIP/S{EXTEN}@siptr,120,T)
;exten => _0., 3,Congestion

;exten => _0.,103,Busy

[outbound-1]

exten =>_0., 1,Set(CALLERID(num)= 0312345678)
exten => _0., 2,Dial(SIP/S{EXTEN}@siptr,120,T)
exten =>_0., 3,Congestion

exten =>_0.,104,Busy

exten =>_1., 1,Set(CALLERID(num)= 0312345678)
exten => _1., 2,Dial(SIP/S{EXTEN}@siptr,120,T)
exten =>_1., 3,Congestion

exten =>_1.,104,Busy

exten => _ XXX, 1,Dial(SIP/S{EXTEN},120,T)
exten => _ XXX, 2,Congestion
exten => _ XXX, 102,Busy

[outbound-2]

exten =>_0., 1,Set(CALLERID(num)= 0312123434)
exten => _0., 2,Dial(SIP/S{EXTEN}@siptr,120,T)
exten =>_0., 3,Congestion

exten =>_0.,104,Busy

exten =>_1., 1,Set(CALLERID(num)= 0312123434)
exten => _1., 2,Dial(SIP/S{EXTEN}@siptr,120,T)
exten =>_1., 3,Congestion

exten =>_1.,104,Busy

exten => _ XXX, 1,Dial(SIP/${EXTEN},120,T)

exten => _ XXX, 2,Congestion
exten => _ XXX, 102,Busy

MXXXIZRIRHT R ZE R L EI(=3HT). RIRHTENBL D5 S [FIABLTHZELY,



2. EREH

2.2. Asterisk TD F I —F LI RBHEEMZEHIBR T 285EH:

TI—T1ONRREEIT RFBERE2BEICHIRY 5.
TI—T200NRREEIT RFBEREIBEIHIRY 5.

(5] B a8 £ 2
HIL—T1: PSR

BRES

GlicEEE R
HIIL—T2: N$R

BHES

SIP b9 1 =—%7: 00001234567
SIP H—/\:

[general] allowguest=no
maxexpirey=3600
defaultexpirey=3600
context=extd

port=5060
bindaddr=0.0.0.0
srvlookup=yes
disallow=all

allow=ulaw

language=jp

register=>00001234567:password@ |

[00001234567]
type=friend
username=00001234567
secret=password

host= |

insecure=port,invite
context=inbound

2
201 ~ 202
03-1234-5678

3
301 ~ 302
03-1212-3434

/00001234567



2. EREH

; TIL—T1RR
[201]
type=friend

context=groupl_outbound
username=201
secret=password
host=dynamic

[202]

type=friend
context=groupl_outbound
username=202
secret=password
host=dynamic

; TIV—T2R%
[301]
type=friend

context=group2_outbound
username=301
secret=password
host=dynamic

[302]

type=friend
context=group2_outbound
username=302
secret=password
host=dynamic



2. EREH

[general]
writeprotect=no
priorityjumping=yes

; FeRIVEIBOKI (FEE)

[inbound]

; TI—F1

exten => 0312345678, 1,NoOp(EXTEN: ${EXTEN})

exten => 0312345678, 2,Set(GROUP(CALLS)=GROUP1)

exten => 0312345678, 3,Set(CURRENTCALLS=${GROUP_COUNT(GROUP1@CALLS)})
exten => 0312345678, 4,Set(MAXCALLS=2)

exten => 0312345678, 5,Execlf(S[S{CURRENTCALLS} > S{MAXCALLS}]?Hangup)
exten => 0312345678, 6,Dial(SIP/201&SIP/202,120)

exten => 0312345678, 7,Congestion

exten =>0312345678,106,Busy

; I n—72

exten => 0312123434, 1,NoOp(EXTEN: ${EXTEN})

exten => 0312123434, 2,Set(GROUP(CALLS)=GROUP2)

exten => 0312123434, 3,Set(CURRENTCALLS=${GROUP_COUNT(GROUP2@CALLS)})
exten => 0312123434, 4,Set(MAXCALLS=3)

exten => 0312123434, 5,Execlf(S[S{CURRENTCALLS} > S{MAXCALLS}]?Hangup)
exten => 0312123434, 6,Dial(SIP/301&SIP/302,120)

exten => 0312123434, 7,Congestion

exten =>0312123434,106,Busy



2. EXTEH

; FeRILEIROBI(FEE)

;I —71

[groupl_outbound]

exten => 0., 1,Set(CALLERID(num)=0312345678)

exten => 0., 2,Set(CALLERID=GROUP1)

exten => 0., 3,5et(GROUP=GROUP1)

exten =>_0., 4,5et(CURRENTCALLS=${GROUP_COUNT(GROUP1@CALLS)})
exten => 0., 5,5et(MAXCALLS=2)

exten => _0., 6,Execlf(S[S{CURRENTCALLS} > S{MAXCALLS}] | Hangup)
exten =>_0., 7,Dial(SIP/${EXTEN}@0001234567,120)

exten =>_0., 8,Congestion

exten =>_0.,106,Busy

exten => 1., 1,Set(CALLERID(num)=0312345678)

exten => 1., 2,Set(CALLERID=GROUP1)

exten => 1., 3,Set(GROUP=GROUP1)

exten => 1., 4,Set(CURRENTCALLS=${GROUP_COUNT(GROUP1@CALLS)})
exten => 1., 5,Set(MAXCALLS=2)

exten => _1., 6,Execlf(S[S{CURRENTCALLS} > S{MAXCALLS}] | Hangup)
exten => _1., 7,Dial(SIP/${EXTEN}@0001234567,120)

exten => _1., 8,Congestion

exten =>_1.,106,Busy

exten => _ XXX, 1,Dial(SIP/S{EXTEN},120,T)
exten => _ XXX, 2,Congestion
exten => _ XXX, 102,Busy

s TI—T2

[group2_outbound]

exten => 0., 1,Set(CALLERID(num)=0312123434)

exten => 0., 2,Set(CALLERID=GROUP2)

exten => 0., 3,5et(GROUP=GROUP2)

exten =>_0., 4,5et(CURRENTCALLS=${GROUP_COUNT(GROUP2@CALLS)})
exten => 0., 5,5et(MAXCALLS=3)

exten => _0., 6,Execlf(S[S{CURRENTCALLS} > S{MAXCALLS}] | Hangup)
exten =>_0., 7,Dial(SIP/${EXTEN}@0001234567,120)

exten => _0., 8,Congestion

exten =>_0.,106,Busy

exten => 1., 1,Set(CALLERID(num)=0312123434)

exten => 1., 2,Set(CALLERID=GROUP2)

exten => 1., 3,Set(GROUP=GROUP2)

exten => 1., 4,Set(CURRENTCALLS=${GROUP_COUNT(GROUP2@CALLS)})
exten => 1., 5,Set(MAXCALLS=3)

exten => _1., 6,Execlf(S[S{CURRENTCALLS} > S{MAXCALLS}] | Hangup)
exten =>_1., 7,Dial(SIP/${EXTEN}@0001234567,120)

exten => _1., 8,Congestion

exten =>_1.,106,Busy

exten => _ XXX, 1,Dial(SIP/S{EXTEN},120,T)
exten => _ XXX, 2,Congestion
exten => _ XXX, 102,Busy



2. ERZEH

2.3. Trixbox TDTHOUMREM :
2.3.1.2=—% BREH

trlx P AutoAnswer Extensions ACD | UAE Reporting Status

customer  settings network link setver reset server  dial plan echo  cards voip uuo,o

Options

Q) Your trixbox Pro netwirk may not be configured 1o work with SIP or 1AX2 Vol providers. [learn more|

Watch a video demonstration of adding a VoIP trunk! 0"

Welcome to your VoIP Accounts area, From this screen you will be able to see your existing VolP
Accounts 3s well 35 add new VolP Accounts - now of type SIP or 1aX2!

Update VoIP Account

Route Name’ [ & Provider’ |Other vise ~
Username’ }"—"_" Register’ [ ves i
Password’ [@000000e Server’ [ i

B advanced

Ll.bdele VoIP Account ]

Showing 1 YoIP Account

Delete Name Provider Direction Type Host Status
x g s o other both SIp voIp ML b mm iy Registered

—— ¥ —/N\— LA —230F Y

ag 44— <

2:2=—% BEH

10



2. ERZEH

2.3.2. BEEES -0 —Y— pBX REREREH

trlx : AutoAnswer Extensions ACD / UAE Reporting Status Options

phones add extension view extensions phone numbers Ulollpso

4 phone numbers deleted,

Watch a video demonstration of this page! 0"

Any phone number used by trixbox Pro must be added to the table below. These phone numbers are used in many places
such as for Caller-1D and DIDs (Direct Inward Dials).

Add Phone Number
Number’ i Type’ |\*-f’ ¥ Description’ I Verify’ O Primary’ |m ¥

Note: To add & range of phone numbaer ,..“!hu.‘,

Add Phone Number
Showing 2 Phone Numbers

Del.  Primary Phone Number Type Ext. Name Description Verified Edit

—_— 0O 034 "l N VolP 5001  network : no x
0 037 "=y " VolP 5002 network no x"
[0 check an

Delete Checked

> EEEES 03-1234-5678 [, R#E 5002 88 5E
> BEES 03-1212-3434 (2, R# 5001 £85E

3:lﬁ#ﬂ-:l-;'f— PBX RERE

11



2. ERZEH

2.3.3. 1—H— PBX R DEEH

AutoAnswer

trix

phones add extension view extensions plione numbers uloupso

Viewing Extension: 5001

Extension Number? |

Extensions

ACD / UAE Reporting Status

Descripuon’ I

First / Last Name’ [#% 7 W

Web Username’ o= o

Web Password’ (00000000000

Employee Email’ I

Instant Messenger’ |

Employee Mobile’ I

Mobile SMS Email’ | — Seect — |
Inbound Phone No.” [Femm—mrms ¥

—Dutbound Caller-1D°

Phones / Devices’ |-SE/SOETRHONEOD (5001 )

Voicemall Password’ . ‘numbars

Voicemall Settings

Voicemail Email’

Voicemail Box’ Im v
ese
|
|

Yoicemail Pager Email’

Email Attachments’ yes O no @
Delete When Emailed” yos O no @
Enable CallReturn’ yes @ no O
Enable Callout” yes C n @

v

REEES
#*{§% oD

v

Ring Type’ [T\';m—_

Ring Seconds’ 20 seconds V.

call Fomardlno’ W
Oeportment" —MNore — ¥

Queue Auto-logoff’ rduﬂd—_"—
Queue lgnore-lf-busy’ yes ® n O
Queue Pud Requlred’ yes © no O
In Name 0lrectory7 yes ® n O
In Company Dlrectory’ yes ® no O
In Blast Group’ yes O no ®
In HUD yes ® n O
N < volicemail Enabled” yes @ no O

NAT? | ves(detust) v

DTMF Mode’ [r260 (duit) v

Qualify’ yes ® no O

Queue Press-to-accept’ yes O no @

Multiple Queue Calls’ yes O n ®

Private Extension’ yes O no @
Yisual-only Extension’ yes no

SIP Password’

4: 21—+ — PBX I#R (5001) DREE

&5 5 DID“0312123434” [ZFEFELI=EEIC, AR 5001 #FFUHE T,

AR 5001 MoRIETLHESTIIREETETSI

-«
~

0312123434 %R ELTRIESED

Extension Options
v

Advanced Settings

12



2. ERZEH

2.3.3. 1—H— PBX R DEEH

trlx AutoAnswer Extensions ACD / UAE Reporting Status Options

i phones add extension view extensions phone numbers groupsp

Yiewing Extension: 5002 Extension Options
Extension Number? [F0° Ring Type’ | Finein v

Description’ I Ring Seconds’ I205€0md5 N
First / Last Name’ |oie~2 |networks call Forwarding? | disabled v
Web Username’ Iagilenetworks Department? l TS v

Web Password’ |........... Queue Auto-logoff’ Idisabled v
Employee Email’ I Queue Ignore-if-busy’ yes ® no O
Instant Messenger? | Queue Pwd Required'7 yes @ no O
Employee Mobile” | In Name Directory? yes ® o O
Mobile SMS Email? | — Select — I In Company Directory’ yves @ no O

Inb d Phone No.? |m4—590—(1938(><502) N In Blast Group’ yes C n @®
—_Dutbound Caller-ID? [®4590-0038 v oY m=me mo

Phones / Devices’ |—SlP/SOFTF1—Dr~EDI (>80 ) v Yoicemail Enabled’ yes C n @

Advanced Settings
NAT? Ives (default) v

DTMF Mode? |rfc2833 ety v

Qualify’ vyes ® no O

Queue Press-to-accept? yes O no @

Multiple Queue Calls’ yes O n @

Private Extension’ yes O no @
Yisual-only Extension’ yes no

SIP Password? |~/ 0ieiy |

Update Extension

A 4

REEES
#{§% oD

v

5:31—4— PBX IR ( 5002 )DEXTE

(4 DID“0312123434” |2 & ELT-EX (. NS 5002 £FEUN T,
MR 5001 MERIET HEEERIEFETIT0312123434 % [RELTHRIESED

13



3. &R
3.1. ¥ AN —/S—A1—H'— pPBX DINIREH R T DEFD SIP message:

m T AN —/N—A~AI—HF—pPBX DA —HF—%FBIL. 1 =—Y FR-TRLREHREZ 5T S,
mSIP AytE—UDFIETEEDESY

000.000.000000-+ ez ety —N— 28R T B ! | AR — =
i ety ! Lo DIPFRLR

I e e e e e e e e — = - LI T
A ’ -7 -
-

\ 7’ -
REGISTER N pri
From: <sip: 0000123456@\\\ XXX.XXX. \\\> tag as04bc6a95
To: <sip: 0000123456@x XX XXX XXX XKXX>

Call-ID: 34d61b985ef9d9c12d819a9c5549471f@127.0.0.1

~o -

100 Trying
1 From: <sip: 0000123456@xcxx. xxex. s xxxe>;tag=as04bc6a9b
: To: <sip: 0000123456@x 3. XXX XXX XXX>
all-ID: 34d61b985ef9d9c12d819a9¢55649471f@127.0.0.1

1
1
: 401 Unauthorized i
I From: <sip: 0000123456@xxx. xxx. xxx. xxx>;tag=as04bc6a95 '
I To: <sip: 0000123456@xxx. xxx. xxx. xxx>;tag=as245298a3 !
! Call-ID: 34d61b985ef9d9c12d819a9c5549471f@127.0.0.1 !
1

b=l

1
1 1
1 1
i REGISTERGEGIE% 5 ) % SIP message) !
i From: <sip 0000123456@xxx. XXX, XXX, XX \>;tag:35203 1f6e2 '
 To: |
1 1

!

1

Q
£ =
P—i
O
[VV]
=
o
D
=
o
©
[o7]
(ol
@
=]
o
©
o
—
Do
o
o
=
é?
©
Q
(9}
(V2]
B
©
=
3
=
®
—
[\
J
(=]
(=]
—

1
1
SIP/2.0 100 Trying '
From: <sip: 0000123456@xxx. xxx. xxx. xxx>;tag=as2031{6e2 '
To: <sip: 0000123456@x xx. XXX XXX XXX> '
Call-ID: 34d61b985ef9d9c12d819a9c¢5549471f@127.0.0.1 !

200 OK

From: <sip: 0000123456@xxx. xxx. XXX XXX >;tag=as2031f6e2
To: <sip: 0000123456@xxx. xxx. XXX XXX >;tag=as245298a3
all-ID: 34d61b985ef9d9c12d819a9¢c5549471f@127.0.0.1

Q

6: 7 AN —/\—A~1—H— PBX DIEHEZIZT HBFD SIP message



3. FiTEH
3.1.1. PBX — GUEST

REGISTER sip:XxX.XXX.XXX.XXx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29hG4bK4e9b3e05;rport
From: <sip: 0000123456 @ xxx.XXX.XXX.XXx>;tag=as04bc6a95
To: <sip: 0000123456 @ XXX XXX XXX, XXX>

Call-ID: 34d61b985ef9d9¢12d819a9¢5549471f@127.0.0.1
CSeq: 1749 REGISTER

User-Agent: Asterisk PBX

Max-Forwards: 70

Expires: 120

Contact: <sip: 0000123456@000.000.000.000>

Event: registration

Content-Length: 0

3.1.2. GUEST — PBX

SIP/2.0 100 Trying

Via:SIP/2.0/UDP 000.000.000.000:5060;branch=29nhG4bK4e9b3e05;received=000.000.000.000;rport=5060
From: <sip: 0000123456 @ xxx.XXX.XXX.XXx>;tag=as04bc6a95

To: <sip: 0000123456 @ XXX. XXX XXX.XXX>

Call-ID: 34d61b985ef9d9¢12d819a9¢5549471f@127.0.0.1

CSeq: 1749 REGISTER

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip: 0000123456 @ XXX XXX. XXX, XXX>

Content-Length: 0

3.1.3. GUEST — PBX

SIP/2.0 401 Unauthorized

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK4e9b3e05;received=000.000.000.000;rport=5060
From: <sip: 0000123456 @ xxx.XXX.XXX.XXx>;tag=as04bc6a95

To: <sip: 0000123456 @ xxX.XXX.XXX.XXXx>;tag=as245298a3

Call-ID: 34d61b985ef9d9¢12d819a9¢5549471f@127.0.0.1

CSeq: 1749 REGISTER

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY

Supported: replaces

WWW-Authenticate: Digest algorithm=MD5, realm=" ', nonce="3deff552"
Content-Length: 0

15



3. FiTEH
3.1.4. PBX — GUEST

REGISTER sip: XXX.XXX.XXX.Xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK1db71efa;rport

From: <sip: 0000123456 @ xxX.XXX.XXX.XXX >;tag=as2031f6e2

To: <sip: 0000123456 @ XXX. XXX XXX. XXX >

Call-ID: 34d61b985ef9d9¢12d819a9¢5549471f@127.0.0.1 CSeq: 1750 REGISTER
User-Agent: Asterisk PBX Max-Forwards: 70

Authorization: Digest username="0000123456", realm=" ", algorithm=MDS5,
uri="sip: 3o xxx.xxx", nonce="3deff552", response="bace343abbe8362868dba84e58d7e056", opaque=""
Expires: 120

Contact: <sip: 0000123456 @000.000.000.000> Event: registration
Content-Length: 0

3.1.5. GUEST — PBX

SIP/2.0 100 Trying

Via:SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK1db71efa;received=000.000.000.000;rport=5060
From: <sip: 0000123456 @ xXX.XXX.XXX.XXX >;tag=as2031f6e2

To: <sip: 0000123456 @ XXX. XXX XXX. XXX >

Call-ID: 34d61b985ef9d9¢c12d819a9¢5549471f@127.0.0.1 CSeq: 1750 REGISTER

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY

Supported: replaces

Contact: <sip: 0000123456 @ XXX.XXX.XXX. XXX >

Content-Length: 0

3.1.6. GUEST — PBX

SIP/2.0 200 OK

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK1db71efa;received=000.000.000.000;rport=5060
From: <sip: 0000123456 @ xxX.XXX.XXX.XXX >;tag=as2031f6e2

To: <sip: 0000123456 @ xxX.XXX.XXX.XXX >;tag=as245298a3

Call-ID: 34d61b985ef9d9¢12d819a9¢5549471f@127.0.0.1

CSeq: 1750 REGISTER

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Expires: 120

Contact: <sip: 0000123456 @000.000.000.000>;expires=120

Date: Mon, 05 Jul 2010 04:20:13 GMT

Content-Length: 0
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3. HifTEH

3.2. A—Y—PBXWoF AN —/IS—~ARIETDHLE:
n 11— —PBXAICTHEEESE From ANVRIZERET D
m From AYA D name 74— /LEDEIXBEHIZERETES
From: “name” <sip: HEEES @7 AT —/1\—0 P PRLRAFEIEIR A8 >
mSIP AytE—TDHIETEREDESY

___________________________________

< ! i Display Name (& i _____________________________ . S N
ooy PBR 4 SEISRETES | mpwms || TAINO | YA

ESEES i: PPRLR I XXX.XXX.XXX.XXX
1

QE——V

INVITE From: "aiueo PBX" <sip:0312123434 @xxx.’f(xx.xxx.xxx>;tag:é's’f)dd4eaee To:
<sip:080AAAAX XXX @XXX. XXX. XXX. XXX >
Call- ID - H156c31c421e503b72515b46569f2ee0@XXX. XXX, XXX, XXX

——————

“““““ it 407 Proxy Authentication Required
From: "aiueo PBX" <sip:0312123434 @xxx.XXX.XXX.XXX>;tag=asbdd4eaee
To: <sip:080AAAAXXXX@XXX.XXX.XXX.XXX>;tag=as4abe(0e65
2 e CallID: 6426¢c31c421e503b72515b46569f2ee0@xxx XXX XXX XXX _ | _ | _______________________
ACK
From: "aiueo PBX" <sip:0312123434 @xxxX.XXX.XXX.XXX>;tag=asbdd4eaee
To: <sip:080AAAAXXXX@xXXX.XXX.XXX.XXX>;tag=as4abe0e65
Call-ID: 6426¢31¢421e503b72515b46569f2ee0@xXXX. XXX, XXX. XXX

INVITEGRFEZ & D HSIPAYE—)

From: "aiueo PBX" <sip:0312123434 @xxX.XXX.XXX.XXX>;tag=asbdd4eaee
To: <sip:080AAAAXX XX @XXX.XXX.XXX. XXX >

Call-ID: 6426¢31¢421e503b72515b46569f2ee0@XXX. XXX. XXX. XXX

100 Trying

From: "aiueo PBX" <sip:0312123434 @xxxX.XXX.XXX.XXX>;tag=asbdd4eaee
To: <sip:080AAAAXX XX @XXX.XXX. XXX. XXX>

Call-ID: 6426c31c421e503b72515b46569f2ee0@xXXX. XXX XXX. XXX

180 Ringing

From: "aiueo PBX" <sip:0312123434 @xxxX.XXX.XXX.XXX>;tag=asbdd4eaee
To: <sip:080AAAAXX XX @XXX.XXX.XXX.XXX>;tag=as54380085

Call-ID: 6426c31c421e503b72515b46569f2ee0@xXxXX. XXX XXX. XXX

183 Session Progress

From: "aiueo PBX" <sip:0312123434 @xxx.XXX.XXX.XXX>;tag=asbdd4eaee
To: <sip:080AAAAXXXX@XXX.XXX.XXX.XXX>;tag=as54380085

Call-ID: 6426¢c31¢421e503b72515b46569f2ee0@XXX. XXX. XXX. XXX

From: "aiueo PBX" <sip:0312123434 @xxx.XXX.XXX.XXX>;tag=asbdd4eaee
To: <sip:080AAAAXX XX @XXX.XXX.XXX.XXX>;tag=as54380085
Call-ID: 6426¢c31¢421e503b72515b46569f2ee0@XXX. XXX. XXX. XXX

1
ACK '
From: "aiueo PBX" <sip:0312123434 @xxxX.XXX.XXX.XXX>;tag=asbdd4eaee mTTTTTTTomms =

1
To: <sip:080AAAAXXXX@xXXX.XXX.XXX.XXX>;tag=as54380085 VOEREEBRAE TS
Call-ID: 6426c31c421e503b725156b46569f2ee0@XXX. XXX. XXX. XXX o _.eTTTTTT !

BYE :

From: <sip:080AAAAXXXX@xxxX. XXX.XXX.XXX>;tag=as54380085 T =3
To: "aiueo PBX" <sip:0312123434 @xxx.XXX.XXX.XXX>;tag=asbdd4eaee VBRR AR T TS !
Call-ID: 6426¢31¢421e503b72515b46569f2ee0@xxx. XXX XXX. XXX e e !

200 OK
From: <sip:080AAAAXXXX@xXXX.XXX.XXX.XXX>;tag=as54380085
To: "aiueo PBX" <sip:0312123434 @xxx.XXX.XXX.XXX>;tag=asbdd4eaee

11 b---- Call-ID: 6426¢31c421e503b 7251 5b 40000 20 ) o X XXX XXX e

10
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3. FiTEH
3.2.1. PBX — GUEST

INVITE sip:080AAAAXXXX @ XxX.XXX.XXX.XxX SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK17bf4505;rport
From: "aiueo PBX" <sip:0312123434 @ xxx.Xxx.xxx.xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX XXX XXX XXX>

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 6426¢31c421e503b72515b46569f2ee0 @ XXX.XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX Max-Forwards: 70

Date: Fri, 02 Jul 2010 03:05:26 GMT

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Content-Type: application/sdp Content-Length: 267

v=0

o=root 22702 22702 IN IP4 000.000.000.000
s=session

c=IN 1P4 000.000.000.000

t=00

m=audio 18572 RTP/AVP 0 8 3 101
a=rtpmap:0 PCMU/8000

a=rtpmap:8 PCMA/8000

a=rtpmap:3 GSM/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

3.2.2. GUEST — PBX

SIP/2.0 407 Proxy Authentication Required

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29nhG4bK17bf4505;received=000.000.000.000;rport=5060
From: "aiueo PBX" <sip:0312123434 @ xxx.XXX.XXX.Xxx>;tag=as5dd4eaee

To: <sip:080AAAAXXXX @ xXX.XXX.XXX.Xxx>;tag=as4abe0e65

Call-ID: 6426¢31c421e503b72515b46569f2ee0@ XXX.XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY

Supported: replaces

Proxy-Authenticate: Digest algorithm=MD5, realm="1 ', nonce="23a44cfd"
Content-Length: 0
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3. FiTEH
3.2.3. PBX — GUEST

ACK sip:080AAAAXXXX @ xxx.XXX.XxX.Xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK17bf4505;rport
From: "aiueo PBX" <sip:0312123434 @ xxx.Xxx.xxx.xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ xXX.XXX.XXX.Xxx>;tag=as4abe0e65

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 6426¢31c421e503b72515b46569f2ee0 @ XXX.XXX.XXX. XXX

CSeq: 102 ACK

User-Agent: Asterisk PBX

Max-Forwards: 70

Content-Length: 0

3.2.4. PBX — GUEST

INVITE sip:080AAAAXXXX @ XxX.XXX.XXX.XxX SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9nhG4bK4fc267d7;rport
From: " aiueo PBX " <sip:0312123434 @ xxx.xxX.XXX.Xxxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX XXX XXX XXX>

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 6426¢31c421e503b72515b46569f2e€0 @ XXX.XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX Max-Forwards: 70

Proxy-Authorization: Digest username="0000123456", realm=" 1
algorithm=MD?5, uri="sip:080AAAAXXXX@ xxx.xxx.xxx.xxx", nonce="23a44cfd",
response="cc6c5a668cbd435dee31c767981ff710", opaque=""

Date: Fri, 02 Jul 2010 03:05:26 GMT

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Content-Type: application/sdp Content-Length: 267

v=0

o=root 22702 22703 IN IP4 000.000.000.000
s=session

c=IN 1P4 000.000.000.000

t=00

m=audio 18572 RTP/AVP 0 8 3 101
a=rtpmap:0 PCMU/8000

a=rtpmap:8 PCMA/8000

a=rtpmap:3 GSM/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -
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3. FfrEHR
3.2.5. GUEST — PBX

SIP/2.0 100 Trying

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29nhG4bK4fc267d7;received=000.000.000.000;rport=5060
From: "aiueo PBX" <sip:0312123434 @xxx.XXX.XXX.Xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX XXX XXX XXX>

Call-ID: 6426c31c421e503b72515b46569f2e€0@ XXX.XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip:080AAAAXXXX @ XXX. XXX XXX.XXX>

Content-Length: 0

3.2.6. GUEST — PBX

SIP/2.0 180 Ringing

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29nhG4bK4fc267d7;received=000.000.000.000;rport=5060
From: "aiueo PBX" <sip:0312123434 @ xxx.XXX.XXX.Xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX XXX XXX.Xxx>;tag=as54380085

Call-ID: 6426¢31c421e503b72515b46569f2e€0 @ XXX.XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip:080AAAAXXXX @ XXX. XXX XXX.XXX>

Content-Length: 0
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3. FfrEHR
3.2.7. GUEST — PBX

SIP/2.0 183 Session Progress

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29nhG4bK4fc267d7;received=000.000.000.000;rport=5060

From: " aiueo PBX" <sip:0312123434 @ xxx.xXxx.xxx.xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX XXX XXX.Xxx>;tag=as54380085

Call-ID: 6426¢31c421e503b72515b46569f2ee0 @ XXX.XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip:080AAAAXXXX @ XXX. XXX XXX.XXX>

Content-Type: application/sdp

Content-Length: 242

v=0

0=root 4414 4414 IN IP4 XXX.XXX.XXX.XXX
s=session

C=IN IP4 XXX XXX XXX XXX

t=00

m=audio 18922 RTP/AVP 0 101
a=rtpmap:0 PCMU/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

a=ptime:20

a=sendrecv
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3. FfrEHR
3.2.8. GUEST — PBX

SIP/2.0 200 OK

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29nhG4bK4fc267d7;received=000.000.000.000;rport=5060

From: " aiueo PBX " <sip:0312123434@XxxXX.XXX.XXX.XXx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX XXX XXX.Xxx>;tag=as54380085

Call-ID: 6426¢31c421e503b72515b46569f2ee0 @ XXX.XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip:080AAAAXXXX @ XXX. XXX XXX.XXX>

Content-Type: application/sdp

Content-Length: 242

v=0

o=root 4414 4415 IN IP4 XXX.XXX.XXX.XXX
s=session

C=IN IP4 XXX XXX XXX XXX

t=00

m=audio 18922 RTP/AVP 0 101
a=rtpmap:0 PCMU/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

a=ptime:20

a=sendrecv

3.2.9. PBX — GUEST

ACK sip:080AAAAXXXX @ xxx.XXX.XxX.Xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9nhG4bK6c101c7f;rport
From: " aiueo PBX " <sip:0312123434 @ xxx.XXX.XXX.Xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX XXX XXX.Xxx>;tag=as54380085

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 6426c31c421e503b72515b46569f2e€0 @ XXX.XXX.XXX. XXX

CSeq: 103 ACK

User-Agent: Asterisk PBX

Max-Forwards: 70

Content-Length: 0
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3. FfrEHR
3.2.10. GUEST — PBX

BYE sip:0312123434@000.000.000.000 SIP/2.0

Via: SIP/2.0/UDP xxx.xxx.xxx.xxx:5060;branch=z29nhG4bK166bf514;rport
From: <sip:080AAAAXXXX@ XXX XXX.XXX.Xxx>;tag=as54380085

To: "aiueo PBX" <sip:0312123434 @ xxx.xxx.xxx.xxx>;tag=as5dd4eaee
Call-ID: 6426¢31c421e503b72515b46569f2ee0 @ XXX.XXX.XXX. XXX

CSeq: 102 BYE

User-Agent: Asterisk PBX Max-Forwards: 70

Content-Length: 0

3.2.11. PBX — GUEST

SIP/2.0 200 OK Via:SIP/2.0/UDP
XXX.XXX.XXX.XXX:5060;branch=z29nhG4bK166bf514;received=xxx.xxx.xxx.xxx;rport=5060
From: <sip:080AAAAXXXX@ XXX XXX.XXX.Xxx>;tag=as54380085

To: " aiueo PBX " <sip:0312123434 @xxX.XXX.XXX.Xxx>;tag=as5dd4eaee
Call-ID: 6426¢31c421e503b72515b46569f2ee0 @ XXX.XXX.XXX. XXX

CSeq: 102 BYE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Contact: <sip:0312123434@000.000.000.000>

Content-Length: 0

X-Asterisk-HangupCause: Normal Clearing

23



3. HifTEH

3.3.1—H'— pBX DO REMRFIZ, BELEMNEBELPEZSIBED  SIP message:
m 1—H—PBX MOREL-FKIZ. BEEMNELR L2 -BEIZ. YA —/\—D5 1—HF—pBX A

486 Busy Here Ayt—UhEIESND
m 1—H—PBX MORERFIC, BELEMNELILIEZED SIPAYE—CDFIIETEROESY

- -~

>
| Fmmmm———— , rTTTTT T T I
1 h — | 1 = = e XY —\D
j L %§1D§E : : géﬁﬁ%%%&*? i: |P77FLdK
_____ e __, PP A
B /” //”/
INVITE v i~ e”

From: "aiueo PBX" <sip:0312123434 @xxx.XXX.XXX.XXX>;tag=as48ac6d56

To: <sip:0312123434 @XXX. XXX XXX.XXX>
Call-ID: 1443bb69616709ff719769¢cc61d28ce0@xxX. XXX. XXX. XXX

407 Proxy Authentication Required

From: "aiueo PBX" <sip:0312123434 @xxx.XXX.XXX.XXX>;tag=as48ac6d56
To: <sip:0312123434 @xxxX.XXX.XXX.XXX>;tag=as291aca90

Call-ID: 1443bb69616709ff719769cc61d28ce0@xxx. XXX XXX. XXX

ACK
From: "aiueo PBX" <sip:0312123434 @xxx.XXX.XXX.XXX>;tag=as48ac6d56

To: <sip:0312123434 @xxx.XxXX.XXX.XXX>;tag=as291acadl
Call-ID: 1443bb69616709ff719769cc61d28ce)@xxx. XXX. XXX. XXX

INVITEGRAE% & 6 HINVITE £ » & —3)
From: "aiueo PBX" <sip:0312123434 @xxx.XXX.XXX.XXX>;tag=as48ac6d56

To: <sip:0312123434 @xxXX. XXX XXX.XXX>
Call-ID: 1443bb69616709ff719769¢cc61d28ce0@xxXX. XXX. XXX. XXX

100 Trying
From: "aiueo PBX" <sip:0312123434 @xxxX.XXX.XXX.XXX>;tag=as48ac6d56
To: <sip:0312123434 @xxXX. XXX XXX.XXX>

Call-ID: 1443bb69616709ff719769cc61d28ce)@xxxX. XXX. XXX. XXX

SIP/2.0 486 Busy Here

From: "aiueo PBX" <sip:0312123434 @xxx.XXX.XXX.XXX>;tag=as48ac6d56
To: <sip:0312123434 @xxx.XXX.XXX.XXX>;tag=as715c3cbe

Call-ID: 1443bb69616709ff719769cc61d28ce@xxx. XXX XXX. XXX

ACK

From: "aiueo PBX" <sip:0312123434 @xxxX.XXX.XXX.XXX>;tag=as48ac6d56
To: <sip:0312123434 @xxxX.XXX.XXX.XXX>;tag=as715c3cbe

Call-ID: 1443bb69616709ff719769cc61d28ce0@xxx. XXX XXX. XXX

-

——mmmm— -4

SRR AU SEDEDEpE PR SPSEEPPINIPIPIPEPEPE £

S

8: 1 —H—PBX ML FIERFIZ, FIELMNTELF o158 D SIP message
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3. FiTEH
3.3.1. PBX — GUEST

INVITE sip:0312123434@xxx.XXX.XXX.Xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29nG4bK63c44c39;rport
From: "aiueo PBX" <sip:0312123434 @ xxX.XXX.XXX.XXx>;tag=as48ac6d56
To: <sip:0312123434 @ XXX. XXX XXX XXX>

Contact: <sip:0312123434@000.000.000.000>

Call-1D: 1443bb69616709ff719769cc61d28ce0 @ XXX . XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX Max-Forwards: 70

Date: Tue, 06 Jul 2010 10:09:37 GMT

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Content-Type: application/sdp Content-Length: 267

v=0

o=root 22702 22702 IN IP4 000.000.000.000
s=session

c=IN 1P4 000.000.000.000

t=00

m=audio 14646 RTP/AVP 0 8 3 101
a=rtpmap:0 PCMU/8000

a=rtpmap:8 PCMA/8000

a=rtpmap:3 GSM/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

3.3.2. GUEST— PBX

SIP/2.0 407 Proxy Authentication Required

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29nG4bK63c44c39;received=000.000.000.000;rport=5060
From: " aiueo PBX " <sip:0312123434 @ xxxX.XXX.XXX.Xxx>;tag=as48ac6d56

To: <sip:0312123434 @ xxx.XXX.XXX.XXx>;tag=as291aca90

Call-1D: 1443bb69616709ff719769cc61d28ce0 @ XXX.XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY

Supported: replaces

Proxy-Authenticate: Digest algorithm=MD5, realm="1 ', nonce="15a6e863"
Content-Length: 0
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3. FiTEH
3.3.3. PBX — GUEST

ACK sip:0312123434@xxX.XXX.XXX.XxX SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29nG4bK63c44c39;rport
From: "aiueo PBX" <sip:0312123434 @xxX.XXX.XXX.XXX >;tag=as48ac6d56
To: <sip:0312123434 @ XXX XXX.XXX.XXX >;tag=as291aca90

Contact: <sip:0312123434@000.000.000.000>

Call-1D: 1443bb69616709ff719769cc61d28ce0 @ XXX . XXX.XXX. XXX

CSeq: 102 ACK

User-Agent: Asterisk PBX

Max-Forwards: 70

Content-Length: 0

3.3.4. PBX—GUEST

INVITE sip:0312123434@xxx.XXX.XXX.xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z29hG4bK1c6e5fcc;rport
From: " aiueo PBX " <sip:0312123434@xxX.XXX.XXX.XXX >;tag=as48ac6d56
To: <sip:0312123434 @ XXX.XXX.XXX.XXX>

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 1443bb69616709ff719769cc61d28ce0 @ XXX . XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX Max-Forwards: 70

Proxy-Authorization: Digest username="0000123456", realm=" 1
algorithm=MDD5, uri="sip:0312123434 @ xxx.xxx.xxx.xxx ", nonce="15a6e863",
response="54ebd3bdb5bab4b621f55fbd3ffe5e0b", opaque=""

Date: Tue, 06 Jul 2010 10:09:37 GMT

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Content-Type: application/sdp

Content-Length: 267

v=0

o=root 22702 22703 IN IP4 000.000.000.000
s=session

c=IN 1P4 000.000.000.000

t=00

m=audio 14646 RTP/AVP 0 8 3 101
a=rtpmap:0 PCMU/8000

a=rtpmap:8 PCMA/8000

a=rtpmap:3 GSM/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -
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3. FfrEHR
3.3.5. GUEST— PBX

SIP/2.0 100 Trying

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29hG4bK1c6e5fcc;received=000.000.000.000;rport=5060
From: " aiueo PBX " <sip:0312123434 @ xxx.XXX.XXX.Xxx>;tag=as48ac6d56
To: <sip:0312123434 @ XXX. XXX XXX XXX>

Call-ID: 1443bb69616709ff719769cc61d28ce0 @ XXX.XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip:0312123434 @ XXX.XXX.XXX.XXX>

Content-Length: 0

3.3.6. GUEST — PBX

SIP/2.0 486 Busy Here

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29hG4bK1c6e5fcc;received=000.000.000.000;rport=5060
From: " aiueo PBX " <sip:0312123434 @ xxxX.XXX.XXX.Xxx>;tag=as48ac6d56

To: <sip:0312123434 @ xxXX.XXX.XXX.XXX>;tag=as715c3c5e

Call-ID: 1443bb69616709ff719769cc61d28ce0 @ XXX . XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX

Contact: <sip:0312123434 @ XXX.XXX.XXX.XXX>

Content-Length: 0

3.3.7. PBX — GUEST

ACK sip:0312123434@xxX.XXX.XXX.XxX SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK1c6e5fcc;rport
From: " aiueo PBX " <sip:0312123434 @ xxxX.XXX.XXX.Xxx>;tag=as48ac6d56
To: <sip:0312123434 @ xxXX.XXX.XXX.XXX>;tag=as715c3c5e

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 1443bb69616709ff719769cc61d28ce0 @ XXX.XXX.XXX. XXX

CSeq: 103 ACK

User-Agent: Asterisk PBX Max-Forwards: 70

Content-Length: 0

27



- -~

3. HifTEH

m TR —N—IEEEEFEESTE To~NYF L Alert-info NYFIZERTET S

3.4. HFRAMF—/IN—D1—H—PBXAEETHLE:

To: <sip: HELEHEES @1 ——pPBXIP 7FLR>
m SIPAYE—UDHIETEEDESY

- ~

QE——V

O, 2 P -
i 2—H%—PBX | L :"";';": i FARN— N —
| 000.000.000.000 | | HEZE Lo FEEE | XXX XK XXX
-------- R A T DTSRI
1 s vl 1
1 I, v 1
: INVITE 'I/I ‘\" coLIToT it
! From: "080A4AAXXXX" <sip:080AAAAXXXX@xxx. XXX.XXX.XXX>;tag=as1dddca7a To: ! l7-XHj:_' \D !
' <sip:0312345678 @000.000.000.000> CommmmiWPTRELZ
1 LCall-ID: 490e49cf2141339f0007e5ce47d80dd 1 @xxxX. XXX . XXX. XXX ——mEETT '
_______________________________________________________________________________ 4
' PBX®D !
1 100 Trying e teteloininiolpinieli AR IP 7ELR |
| From: "080AAAAXXXX" <sip:080AAAAXXXX@xxx. xxX.XxX.Xxx>tag=asldddca7aTo: ~ ~~ "~~~ ~~777° -
| <sip:0312345678 @000.000.000.000> '
) i Call-ID: 490e49cf2141339f0007e5ce47d80dd 1 @xxx. XX X. XXX. XXX '
B e e e >
| |
1 1
1 200 OK :
i From: "080AAAAXXXX" <sip:080AAAAXXXX@xxx. XXX XXX.xxx>;tag=asldddca7a :
1 To: <sip:0312345678 @000.000.000.000>;tag=as577af7ce |
3 i Call-ID: 490e49c£2141339f0007e5ced 7d80dd 1 @xxx. XXX. XXX. XXX J
e 1
| ACK . B
! From: "080AAAAXXXX" <sip:080AAAAXXXX@xxx. xxX.XxX.Xxxx>;tag=asldddca7a . BEEEBTS |
1 To: <sip:0312345678 @000.000.000.000>;tag=as577af7ce :’_,, g H
| Call-ID: 490e49cf2141339f0007ebce47d80dd 1 @xxxX. XXX XXX XXX Le==7 === '
B oo ooeooooooooooooooosoooooooooo S -
1 1
1 1
EBYE o """’:
' From: <sip:0312345678 @000.000.000.000>;tag=as577af7ce : BEERTITS :
1 To: "080AAAAXXXX" <sip:080AAAAXXXX@xxx. XXX XXX.XXX>;tag=asldddca7a _';._-v_ e
5 1 Call-ID: 490e49¢f2141339f0007e5ced7d80dd 1 @xxx. X XK. XXX. XXX _.=2%7 =T '
|
1200 OK
i From: <sip:0312345678 @000.000.000.000>;tag=asb77af7ce
1 To: "080AAAAXXXX" <sip:080AAAAXXXX@xxxX. XXX.XXX.XXxX>;tag=asldddca7a
6 i Call-ID: 490e49¢f2141339f0007e5ce47d80dd1 @X XK. XXX XXX. XXX

9: FRAMY—/I\—HMNS51—HF—PBXABIETHHED SIP Ayt—

28



3. FfrEHR
3.4.1. GUEST—PBX

INVITE sip: 0312345678@000.000.000.000 SIP/2.0

Via: SIP/2.0/UDP xxx.xxx.xxx.xxx:5060;branch=z9nhG4bK546aldef;rport
From: "080AAAAXXXX" <sip:080AAAAXXXX@XXX.XXX.XXX.XXx>;tag=asldddca7a
To: <sip: 0312345678 @000.000.000.000>

Contact: <sip:080AAAAXXXX @ XXX. XXX XXX.XXX>

Call-ID: 490e49¢f2141339f0007e5ce47d80dd1 @XXX.XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX Max-Forwards: 70

Date: Fri, 02 Jul 2010 05:41:33 GMT

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

X-Asterisk-Guest-Tag: 00008

X-Asterisk-Guest-Uniqueid: 1278049293.36

Alert-info: 0312345678

Content-Type: application/sdp

Content-Length: 242

v=0

o0=root 4414 4414 IN IP4 XXX.XXX.XXX.XXX
s=session

C=IN IP4 XXX XXX XXX XXX

t=00

m=audio 15224 RTP/AVP 0 101
a=rtpmap:0 PCMU/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

a=ptime:20

a=sendrecv

3.4.2. GUEST«+PBX

SIP/2.0 100 Trying

Via:SIP/2.0/UDP
XXX.XXX.XXX.XXX:5060;branch=z9hG4bK546aldef;received=xxx.xxx.xxx.xxx;rport=5060
From: "080AAAAXXXX" <sip:080AAAAXXXX@ xxx.XxX.XxX.xxx>;tag=asldddca7a
To: <sip:0312345678@000.000.000.000>

Call-ID: 490e49cf2141339f0007e5ce47d80dd 1 @ XXX.XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Contact: <sip:0312345678@000.000.000.000>

Content-Length: 0
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3. FiTEH
3.4.3. GUEST —PBX

SIP/2.0 200 OK
Via:SIP/2.0/UDP

XXX.XXX.XXX.XXX:5060;branch=z9hG4bK546aldef;received=xxx.xxx.xxx.xxx;rport=5060

From: "080AAAAXXXX" <sip:080AAAAXXXX@ xxX.XXX.XXX.Xxx>;tag=asldddca7a
To: <sip:0312345678@000.000.000.000>;tag=as577af7ce

Call-ID: 490e49¢f2141339f0007e5ce47d80dd1 @ xxX.XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Contact: <sip:0312345678@000.000.000.000>

Content-Type: application/sdp

Content-Length: 220

v=0

o=root 22702 22702 IN IP4 000.000.000.000
s=session

c=IN 1P4 000.000.000.000

t=00

m=audio 18182 RTP/AVP 0 101

a=rtpmap:0 PCMU/8000

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

3.4.4. GUEST —PBX

ACK sip:0312345678@000.000.000.000 SIP/2.0

Via: SIP/2.0/UDP xxx.xxx.xxx.xxx:5060;branch=z29nhG4bK3afc8626;rport

From: "080AAAAXXXX" <sip:080AAAAXXXX@ xxX.XXX.XXX.Xxxx>;tag=asldddca7a
To: <sip:0312345678@000.000.000.000>;tag=as577af7ce

Contact: <sip:080AAAAXXXX @ XXX. XXX XXX.XXX>

Call-ID: 490e49cf2141339f0007e5ce47d80dd 1 @ XXX.XXX.XXX.XXX

CSeq: 102 ACK

User-Agent: Asterisk PBX

Max-Forwards: 70

Content-Length: 0
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3. FiTEH
3.4.5. GUEST —PBX

BYE sip:080AAAAXXXX @ xxx.XXX.XXX.xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29hG4bK5b3130a7;rport
From: <sip:0312345678@000.000.000.000>;tag=as577af7ce

To: "080AAAAXXXX" <sip:080AAAAXXXX@ xxx.xxx.xxx.xxx>;tag=asldddca7a
Call-ID: 490e49cf2141339f0007e5ce47d80dd 1 @ XxXX.XXX.XXX.XXX

CSeq: 102 BYE

User-Agent: Asterisk PBX

Max-Forwards: 70

Content-Length: 0

3.4.6. GUEST —PBX

SIP/2.0 200 OK

Via:SIP/2.0/UDP 000.000.000.000:5060;branch=29hG4bK5b3130a7;received=000.000.000.000;rport=5060
From: <sip:0312345678@000.000.000.000>;tag=as577af7ce

To: "080AAAAXXXX" <sip:080AAAAXXXX@ xxx.xxx.xxx.xxx>;tag=asldddca7a
Call-ID: 490e49¢f2141339f0007e5ce47d80dd1 @ XXX.XXX.XXX. XXX

CSeq: 102 BYE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip:080AAAAXXXX @ XXX. XXX XXX.XXX>

Content-Length: 0
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3. HifTEH
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' 100 Trying

i From: "0345900846" <sip:0345900846@xxx.xxX.XxXX.XXX>;tag=as0f1a5f0c
i To: <sip:0312345678 @000.000.000.000>

! Call-ID: 1aa4d60711e0817d731834f474d958b0@x XX, XXX XXX. XXX

- -~

BRI

XXX XXX XXX . XXX

_______________

RN —\D
IP7RLA

| 486 Busy Here

1 From: "0345900846" <sip:0345900846@xxx. XXX XXX.XXX>;tag=as0f1a5f0c
1 To: <sip:0312345678 @000.000.000.000>

1 Call-ID: 1aa4d60711e0817d731834f474d958b0@x XX, XXX, XXX. XXX

ACK
From: "0345900846" <sip:0345900846@xxx.xxxX.XXX. XXX >;tag=as0f1a5f0c
To: <sip:0312345678 @000.000.000.000>

Call-ID: 6dd7b12f1438e1572cae057f274419e6@000.000.000.000
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3. FiTEH
3.5.1. GUEST — PBX

INVITE sip:0312345678@000.000.000.000 SIP/2.0

Via:SIP/2.0/UDP xxx.xxx.xxx.xxx:5060;branch=z9nhG4bK0b7fb7b8;rport
From:"0345900846"<sip:0345900846 @ xxx.xxx.xxx.xxx>;tag=as0f1a5f0c
To: <sip:0312345678@000.000.000.000>

Contact: <sip:0345900846 @ XXX.XXX.XXX.XXX>

Call-1D: 1aa4d60711e0817d731834f474d958b0@ XXX . XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX

Max-Forwards: 70

Date: Fri, 09 Jul 2010 02:27:46 GMT

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

X-Asterisk-Guest-Tag: 00024

X-Asterisk-Guest-Uniqueid: 1278642466.508

Alert-info: 0312345678

Content-Type: application/sdp

Content-Length: 242

v=0

0=root 4414 4414 IN IP4 XXX.XXX.XXX.XXX
s=session

C=IN IP4 XXX XXX XXX XXX

t=00

m=audio 10408 RTP/AVP 0 101
a=rtpmap:0 PCMU/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

a=ptime:20

a=sendrecv

3.5.2. PBX — GUEST

SIP/2.0 100 Trying Via: SIP/2.0/UDP
XXX.XXX.XXX.XXX:5060;branch=z9hG4bK0b7fb7b8;received=xxx.xxx.xxx.xxx;rport=5060
From: "0345900846" <sip:0345900846 @ xxx.xxx.xxx.xxx>;tag=as0f1a5f0c

To: <sip:0312345678@000.000.000.000>

Call-ID: 1aa4d60711e0817d731834f474d958b0@ XXX . XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY

Contact: <sip:0312345678@000.000.000.000>

Content-Length: 0
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3. FiTEH
3.5.3. PBX — GUEST

SIP/2.0 486 Busy Here
Via: SIP/2.0/UDP

XXX.XXX.XXX.XXX:5060;branch=z9hG4bK0b7fb7b8;received=xxx.xxx.xxx.xxx;rport=5060

From: "0345900846" <sip:0345900846 @ xxx.xxx.xxx.xxx>;tag=as0f1a5f0c
To: <sip:0312345678@000.000.000.000>

Call-1D: 1aa4d60711e0817d731834f474d958b0@ XXX . XXX.XXX. XXX

CSeq: 102 INVITE

Contact: <sip:0312345678@000.000.000.000>

Content-Length: 0

3.5.4. GUEST— PBX

Transmitting (NAT) to GUEST

ACK sip: 0312345678 @ xxx.XxX.Xxx.xxx SIP/2.0

Via:SIP/2.0/UDP xxx.xxx.xxx.xxx:5060;branch=z29hG4bK0b7fb7b8;rport
From:"0345900846"<sip:0345900846 @ xxx.xxx.xxx.xxx>;tag=as0f1a5f0c
To: <sip:0312345678@000.000.000.000>

Contact: <sip:0345900846@000.000.000.000>

Call-ID: 6dd7b12f1438e1572cae057f274419e6@000.000.000.000
CSeq: 102 ACK

User-Agent: Asterisk PBX

Max-Forwards: 70

Content-Length: 0
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